X.07 Release Notes – 23-Sep-04

Models
Firmware Version
Firmware Date
Firmware Size
IFM Version
Boot Version
Boot

Date

MVP130
1.07.C9
21 Sep 2004
3670860
11
1.05
5 Aug 2004

MVP210

MVP410

MVP810
6.07.C9
21 Sep 2004
3589208
11
2.01
21 Jun 2004

MVP2410

MVP3010
4.07.C9
21 Sep 2004
4000220
11
2.01
21 Jun 2004

S.No
Description

1
Added Authentication support for SMTP mail servers.

2
Some of the SMTP headers missing in earlier versions are completed when sending email (Date, Message ID and Reply To headers).

3
Problem of the calls getting disconnected due to the detection of flash hook less than 500ms has been fixed.

4
Changes have been made to allow calls to go directly when the Gate Keeper is not online.

5
Fixed some problems with the DHCP servers, where in all the parameters provided by the DHCP server are not taken care of by the MultiVOIP gateway.



6
On an incoming ring burst on the FXO, MultiVOIP goes offhook and answers only after the ring completes. For '0' ring count for FXO now we don’t answer the call. So if the user wants to prevent any outgoing FXO calls, FXO ring count can be set to 0.



7
Transparent Signaling is supported in both H.323 and SIP. This would essentially support answer supervision.

8
The MultiVOIP name or IP Address is displayed in the title of both the WEB and Windows GUI. Gateway name gets preference over the IP Address.

9
Fixes have been made to inter operate with Nortel Succession 2000 switch. Except T.38 faxing from Nortel to MultiVOIP, all other interop tests have been successfully completed.

10
In the earlier versions, sometimes after a Save & Reboot the password vanishes. This has been fixed.

11
A problem with MVP130 during Call Forward using SPP protocol has been fixed.

12
Problems with using the USB to Serial connectors have been fixed. Tested and Recommended connectors are from Belkin, ioConcepts and Digicom.

13
In the previous versions, calls through the gatekeeper would not get established, when there are no outbound phonebook entries. This has been fixed now and the calls will go through even when there are no Outbound phonebook entries.

14
Problem with E&M Pass through not passing voice, using Netcoder has been fixed.

15
Changed 'Fax Enable' to 'Fax Relay Enable' in voice/fax screen. Hence, if FAX Relay is enabled then FAX will be sent in 'Relay mode' and if disabled then FAX will be sent in 'Bypass mode'.

16
RTP Marker Bit is set correctly for new DTMF event/Digit from MultiVoIP side.

17
Support to handle the DTMF digits received in 'Alphanumeric' format when H.323 protocol is used has been added.

18
Support to dial more than 15 digits on the ISDN Line has been added.

19
RFC3264 has been fully implemented. The Offer/Answer model RFC has been implemented to support multimedia negotiation during the SIP session.

20
Some problems with parsing SIP messages have been fixed.

21
When SIP Protocol is used, the Display field in the ‘from’ and ‘to’ headers are used for displaying the caller ID.

22
A problem with MultiVOIP not sending the final ACK after 200 OK with some of the proxy servers has been fixed.

23
Fixed the problem, where the GUI was not allowing inserting numeric fields in the domain name, and responded with invalid SIP URL. Example: (using 2011@siptest.d.net.co.uk works where 2011@siptest.3d.net.co.uk fails).

24
SIP stack has been updated to support ‘no SDP’ in the final ACK.

25
SIP stack has been modified to process the Record Route header correctly.

26
SIP stack has been enhanced to handle multiple dialogs. Every time when MultiVOIP receives a 1xx or 2xx response with a different TO tag, a new dialog should be created to accommodate the situations like in call forwarding and other forking scenarios.

27
Clear channel protocol has been enhanced to support different coders on each channel.
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